HOHDFEWCET B XE (C, Java,
Mathematica, Python)

FEH #h5E
2008 4 3 H 6,7 H, 20104 3 H, 2013410 H, 2017410 H, 2021 4: 2 H 3 H

http://nalab.mind.meiji.ac.jp/~mk/labo/text/sound/
WMo 70 77 LFHBICHE > TSRS v, MERIETT T &,

2009 FEEAMFTH T, ZWIET —<IZD BIF 7220800, ALEDIZZ ZIZF
 ANDTRE,

1 BECHE

(M)

HYEHH  PCM L a—%— (N avziio TlREZfF> Ty FLa—48—I3dFpEx
), ®1Eh 7T A7 TL k92, PCM-D50, PCM-M10), FEZAE—A—&~y FH ¥ (Let’s
note DAY —A—F, RAARYBIZEATORVEPIHET!) Ak FT—%

WO EHF O EEMEFEIC O W T, B [1](ficEEE 2] 21 K) 255 528, wond
IEEBLALT Y LYY LIz,

WO, 7Ly Fry—-ayi vy B 2EAHICHATT v L 2T 380w,
El->Tw3,

YR [4], [5] < SV ONFIEFEANICHEB L TEE v Lo T3,

BT —Z T TR, 2003 FEEAAIHE DML LA NS L TERO TN T =9 23H %
73 (http://nalab.mind.meiji.ac.jp/~mk/labo/report/open/matsuyama-wave-2014/ TH
BT 23 273, otk bDERINEL 12\,

2014 FE HHY L T ABED R I ICEZ ANIDT, 209 LHEfHL L9,

2 Windows OOV KL I1—4—

(i — B> T3 ) BIZ Windows S BURICR D DDdH 5% nEH T Lidhvk
)RR LTE, )

3 Mathematica THO Y R%ZiKS

FEEOMHF & L Tld, 2003 FFEEZAMHE ORI R ALERE OZZEMFEL K — |k [6] 232F (1
%5,

B2ART 51203, BooMThTHEZRDZ V) (IHTHV) BEVGZEENLTLE>L B0,

1



3.1 FEEHEHE

Mathematica Tld "RIF, &\ ) BEZEHOVEHORTERHAIN TV 2ERK (bo LB K
EIRNTE, B OMHEDIRARME, &) 2 & T, f(t) = Asin2rf(t — o)) DEGE. |4
DIRIETH 5) LIFRLIZEBERTHOTWS (2O L2IE-E) Lo L TDIETH ),

Mathematica D<= 2 7 ILIZH

XHMZ k> T, IRIBIEEFOE—V7EEBHRELERT IO H 20, AFTIE, HI,

IR DA% T b 2 BRI B 58 & 3 5,

3.2 Playl]

R4 ¢ (AZIEHD) ISR 2 DS sin2n ft TdH 5 ld. AEEDS f[Hz) DETH %, Playl]
25 &, ZOEDHSE S, HVT5I3 Plot[] ITITW 3

440 Hz DEZKS T
[ Play[Sin[2 Pi 440 t],{t,0,1}] ]
BE. T74F—=NEOY 7Y v TR (SampleRate) (& 8[kHz] TH %, &% CD i

DY v 7)) v T REEL (44.1[kHz)) 123 5121
[%7%& CD &#HE T 440Hz DEZWE ST ]

Play[Sin[2 Pi 440 t],{t,0,1},SampleRate->44100]

LREELDIE, MICHZELE T TH 5,
440Hz, 880Hz, 1320Hz D& % H+H %

rala_,b_,c_]:=Play[a*Sin[2 Pi 440 t]+b*Sin[2 Pi 440 2 t]+c*Sin[2 Pi
440 3 t],{t,0,1},SampleRate->44100]

ATVABHKS LI TH 2,

[ Play[{Sin[2 Pi 440 t],Sin[2 Pi 880 t]},{t,0,1},SampleRate->44100]

/2 N N

. 9 72 h) D
Play[Sin[2 Pi 440 t] + Sin[2 Pi (440 - 1) t], {t, 0, 100}]

(IR EL 440 Hz, 439 Hz D& EO@A DR DL L)

Play[Sin[2 Pi 440 t] + Sin[2 Pi (440 - 0.1 t) t], {t, O, 100}]

~ Mathematica D% =2 7IVDR (72 Z )
Play[Sin[700 t + 25 t Sin[350 tl], {t, 0, 4}]




- ¥, 2V TIZ WAVE 7 7 A )L domisodo.wav? % {F¥. ™~

c =2.07(1/12);
do = 261%2*%Pi; mi = c”4 do; so = ¢”7 do; do2 = 2x*do;

snd=Play[Sin[do t]+Boole[t>1]Sin[mi t]+Boole[t>2]Sin[so t]+Boole[t>3]Sin[do2
{t,0,5}, SampleRate->44100,PlayRange->{-5,5}]
Export["domisodo.wav",snd] )

Inf48]:= € =2.0% (1/12);

Inf49]= do = 261*x2xPi;mi =c"4do; so=c"7 do;
do2 = 2 »do;

in[50]= snd = Play[Sin[do t] + Boole[t > 1] Sin[mi t] +
Boole[t > 2] Sin[so t] + Boole[t > 3] Sin[do2 t],
{t, 0, 5}, SampleRate - 44 100, PlayRange -+ {-5, 5}]

[»][=] 5s | 44100 Hz

In[51]= Export["domisodo.wav", snd]

Outj51)= domisodo.wav

(PlayRange->{} Z ANV EEHEWEHNTLE ), TDOHIFRL TS5 %\, Export[] 23548
MDDy, )

3.3 ListPlay[]

ListPlay[] ZH\5 &, BfHY X b 2 HICEHHIK 5,

Play[] OHlIcHF7 Play[Sin 2 Pi 440 t1,{t,0,1}] LRk L%, HAOTYH > 7Y

Y7 LT ) ITiE,
440Hz DE 25§
s=Table[Sin[2 Pi 440 t],{t,0,1.0,1.0/8000}1;
ListPlay([s]

(ListPlay[] DT 74—V FrDH 7Y v 7« L— 2 8kHz DT, 1/8000 &\ [EIET

Y7V T LT bIITH S, )
B2 CD BB T 440Hz O F 2B ST
mysamplerate = 44100
s=Table[Sin[2 Pi 440 t],{t,0,1.0,1.0/mysampleratel}];
ListPlay[s, SampleRate->mysamplerate]

t],



3.4 Import[] IE&BYIVE « T 7AILDERHAH

(2017/11/29 fNZE: fEKIE, HUT Import[7 7 A W] ELTH VIV F « 7 7 A N ZFAA
AT 72D, Mathematica 11 225 1%, Import[7 7 A /L4, "Sound"] & "Sound" Z 57 L
mwE, LTOBHDL S BMUTRIES B ko7, )

Import[] THIR7 7 A VYTV K« 774 NVDATIDHRETH 5,
Pl Z1X WAVE 7 7 A V&2 GEAAAT, 7V F « 7—8 L LTERITHKMNTE %,

SetDirectory["C:/Document and Settings/mk/7 A7 kv 7]

snd = Import["piano.wav","Sound"]

Y7 FTdH5 snd &, Show[snd] % & THAETE % (I snd ZaHfi L TH R W),

e snd (FY A FTdH 5D, Lengthlsnd] (Z 1 TH 3 (snd[[2]1] IFFAEL R \>),
e snd[[1]] (VY A FTH %23, Lengthlsnd[[1]]1] IF 2 TH 5,
e snd[[1,2]] (&¥ > 7V v FRHEL (SampleRate) ThH %,

e Length[snd[[1,11]1] & F ¥ Y FNEUCFEL W, 1 BSIEE/ 7)VT, 2 B LIEAT LV
T Th%,

e snd[[1,1,1]] IFEMEDY A+ TH %, snd[[1,1,2]] bHEHET %25 (ATLA%5
) BED VY A b,

- ER R ~
snd = {
{
{
{11,12,...,1N}, <- snd[[1,1,1]]
{r1,r2,...,rN} <- snd[[1,1,2]]
},
SampleRate <- snd[[1,2]]
}
N ’ J

R MOHLE A1) A FTHEWDT,

ZAUFHE O
[ {{{leftChannel,rightChannel}, samplingRate}} = snd; ]

DE)BARARFIETES 200, HIAIEE

leftChannel=snd[[1,1,1]]; rightChannel=snd[[1,1,2]]; samplingRate=snd[[1,2]]

HHWIT

{{leftChannel,rightChannel},samplingRate}={snd[[1,1]],snd[[1,2]]}

ETBE, EF v FNVDEAET — % leftChannel, 477 ¥ ¥ F)VDOEUiET — % rightChannel,
B 7 v TP samplingRate DIfF 5415,

4



(fLJstplay[]‘@FﬁﬁzL'C%%% ~

snd=Import ["WAVE 7 7 4 )L 4", "Sound"] ;
ListPlay[snd[[1,1,1]],SampleRate->snd[[1,2]]]
H DIk
ListPlay[snd[[1,1]],SampleRate->snd[[1,2]]1]

B D Mathematica Tld, THH (HFEHA) 246E L i AAADIHRETH %,
/85035IEE7E§§)Z>73> ~

Import["piano.wav","Elements"]

E95L

{"AudioChannels", "AudioEncoding", "Data", "SampledSoundList", "SampleRate", "Sound"}

&) Rz,
J
2 %
T X RNOR ~
numofchannels=Import["piano.wav","AudioChannels"]
Z 113% 77 numofchannels=Length[Import ["piano.wav"] [[1,1]11] &AL, )

1 &2 ED, FY VRN EEERT, DENDATLALRGIE2 £/ 7105611 THS,

Iva— FDJik
[ Import["piano.wav","AudioEncoding"] ]

UnsiginedInteger8 ® & ) B 2K T, £dH., It Mathematica 23R L T T
T, HEVRICESRVWEZA (CTTu T T L%2E KIZHETZ),
Yo7 v TR

samplingrate=Import["piano.wav","SampleRate"]

3% JT samplingrate=Import ["piano.wav"][[1,2]1] &AL,

44010 D X S T v 7)) v TR Z IR T

\
snd = Import["piano.wav","Sound"]
Z 3% 47 snd = Import["piano.wav"] &[H LU,
N /
, N
data=Import["piano.wav","Data"];
Z#E% 457 data=Import["piano.wav"][[1,1]1]; EFIL,
N J
. . )
s=Import["piano.wav","SampledSoundList"];
3% data=Import["piano.wav"] [[1]]; &ML,

N J
AL, EE-272b DI, Equall]l THERTE %,
HF D MHBEERIL 0D, 1FITER L D Export[] 2MiZ 5,




3.5 Fourier[] Ic&k BRI Fourier it

(BATHLL, FAZ DO T & L7eX2ELREL L)
Mathematica 121%, BEE 7 —V &M% § 57D Fourier[ ] 23H 5,
J 2 DB v: R — C 3H % L Z, X[ [0,27] D N Eo

(1) tj:w (j:172,...7]\7)

BT S v Off
(2) uj ZU’(t]) (J:LQ’;N)
BEONTETE, TDEE, u DEEFE Fourier 1R5L

1 2
(3) Cp = % .

ZHIPAITEYML 72D D% Cp £ T 5L,

N N ..
1 ke, 2m 1 2mi(3 — 1)k
(4) Ck = % E u(tj)e R N = N E Uj; €Xp <—%> (]i] € Z)
=1

j=1

u(t)e * dt (k€ Z)

InverseFourier[] & W) WELBHEIN TV 5,
/Féﬁ%&:?ﬁ%“(“? LR NI FHE ~

o YHE D Fourier 125k
1 21

:%0

& #i3% Fourier 122 & DRIZ,

1 2m
(5)  ag: u(t) coskt dt, by := 2—/ u(t)sinkt dt (ke Z,k>0)
T Jo

ap — b
(6) 2o kz - (k2D
Co = =, Cr = .
2 a—k‘glb—k (k < —1)

LIRSS B ({ar), (k) 25 {a} 2RDBDIHZZ), BUBHALLE (2B
513 {cx} 205 {a;}, (b} ZRDZDICHZ 3)

(7) ap = 2cy, ar=cp+c_g, bp=1i(ck —c_x) (k€N).

BHC u BRI O5 A {an) & {be) BIEIICH 25, ¢\ = DR
5 (%‘35: Co M%%&)\

(8) ap = 2co =2Recy, ar=2Recy, bpy=-2Imc;, (ke€N).
o {C} M N ORMBINITH 5: Cryy =Cr (k€ Z).
o k| < N2DEZE, Cpldc @ “RWERY THD, 0<k<< N/2DLZE
(9) Cp =~ Ck, C_p =~ C_k = CN—k-

(ar, by DB BIELREE) 1 <k <K< N/2 DEE,

k (10) ag = 200, ap >~ Ok —|—C_k = Ok +CN—k, bk >~ l(Ck - C_k) == Z(C}C - CN—kz)-




Mathematica TlZ, £ N DY A b u={uy,...,uy} BH 5 & &,

[v=Fourier [u,FourierParameters->{a,b}] }

A IR AN

N :
1 2mib(r — 1)(s — 1) B
vs._milurexp( N (s=1,2,...,N)

TEED vy, ..., oy 2RV A v 2FF650 5, | ,FourierParameters->{a,b} | Z&ME L T
HilZ v=Fourier[u] &9 % &, (a,b) = (0,1) LBELZDEMLICR S (VWb D “default”),

FFic
[ v=Fourier[u,FourierParameters—->{-1,-1}] ]
&‘a—% k\
'_ii 2mi(r =D -1\ _ (s=1.2.... N)
vs.—NT:1uTexp N =Cs1 (s=1,2,...,N).
IThbb
VvV = {Co,"' 7CN—1}~
SO R N
a0 =1
a={1, 2, 3, 4, 5}
b=4{6, 7, 8, 9, 10}
ult_]:=a0/2+a . Table[Cos[n t],{n,Length[a]}]+b . Table[Sin[n t],{n,Length[H
n =12
ts = Table[2 Pi (j - 1)/n, {j, n}];
us = uflts];
cs = Fourier[us, FourierParameters -> {-1, -1}]
A0 = 2 cs[[1]]
A = Tablel[cs[[k + 1]] + csl[ln - k + 111, {k, 5}]
B = I Tablelcs[[k + 1]] - cs[[n - k + 111, {k, 5}]
- J

1}]



3.6 BRiH

2009 FEAZENE (LG 7)) ofl, 7a—RAF4v 7« ¥F¥—D5K3 7Ly FzR
THOWAF 2T L7 WAVE 7 7 AV (> 7V v 7R 44.1kHz, B 1LE v 16, A
TLA, LWwHTER) D, 62800 HHEHDELE (7 7 4 VOEYID S 62800/44100 = 1.42 %)
6 1 oy % Bl Fourier 211 72, 129Hz, 258Hz, 388Hz, 776Hz, 646Hz ICE— 7 3% %,

SetDirectory["c:/Documents and Settings/L—W—%/T A7 b+ v 7/ T "]

wavFourier[snd_,start_] :=
Abs[Fourier[Take[snd[[1,1,1]],{start,start+snd[[1,2]1]1-1}11]

plotSpectrum[spec_] :=
ListPlot[spec,PlotJoined->True,PlotRange->{{1,1600},A11}]

peakPositions[spec_,n_] :=
Module [{pp,pps,halfspec},
pps={}; halfspec=Take[spec,Floor[Length[spec]l/2]];
For[i=1,i<=n,i++,
pp=0rdering[halfspec,-1] [[1]];
pps = Append[pps,ppl;
For[j=-6, j<=6, j++,halfspec[[pp+j]1]1=0]
1;
pps
]

peakBar [spec_,pps_] :=BarChart [spec[[Sort [pps]]],ChartLabels->Sort [pps]-1]

sounddata=Import["guitarl.wav"];
aft=wavFourier [sounddata,62800] ;
gl=plotSpectrum[aft]
pps=peakPositions[aft,5]

fifid {130, 259, 389, 777, 647}

g2=peakBar [aft,pps]

fige T o7 18
For[s = 40000, s <= 80000, s += 2000,
Print [peakPositions [wavFourier [Import["guitarl.wav"], s], 5]]]

~

Ju N T

400 600 800 1000 1200 1400 1600

1: guitarl.wav D AR b)b, 129,258 388,776,646 ICE— 7

777 LMIthA WRORMDBH 5, £ TPOENTT 204617 5 start DHAIIFITT X

Ehd,



I

T
129 258 388 646 776

2: guitarl.wav DAXR7 h)L5DDE—7

3.7 ZOftt FHLHDHEE?)

e Speak["Hello, how are you?"]

e Sound[]

e SampledSoundList[]

e SoundNote[] — HEFZ2H{ (fax LMD ELHHE )

e EmitSound[] — HZ T (IifD Mathematica (¥, FHERY v 2T L EHEZHT S K
VBT 4V R RMESS, 2 LT TCICHEZIET B)

e SystemDialogInput ["RecordSound"] — [X] 3 %z FLiuix—HIEA
ZUEd v Windows 7206 > T, Mac TRA ) L LT, FERIIL T,

[”RecordSound” I RTDT I b7 4 —LTHR—FINTWEIRTIER W, ]

EFEVTHAINE, Mac TIEEILRDEAH ?

7/ TRIVE, 7)V—FTHIH
EmitSound[

Sound [{SoundNote ["C4"] ,SoundNote["E4"] ,SoundNote["G4"] ,SoundNote["C5"],
SoundNote [{"C4","E4","G4","C5"},1,"Flute"]}]

Suum:l Recorder

Input: | SigmaTel G-Major Audio v
Format: lEMk—Hz maona, 1E:E|.i.t Vi
[ m [ & ]

Waiting... [ Cancel ][ ) 4 ]

3: Mathematica @ Sound Recorder



4 C T WAVE 771 )IZzkS5

COfilx, $o L UENCEVWABEYT 7S LD, 5olld. BEICh 3R A HY
REX T3, Flzid
BHARER 7 P 7773 v AN — HFELEROIEKR L C FiEIC L 5583,
Beffratamel, 2013
(TEavRANTELCT R F L2 A NVTELL B> T)?)

mE,

4.1 BEICUEH
(CTTHRMLIETA FESIREL ) R L>TLELS TV LA )

http://homepage3.nifty.com/ryuz/programing/wavefmt.html IZFH\\TH 5 [EHRkz &%
IZL T, WAVE 7 7 A VDaiAEE 2T 5707 7 0% C THO,

CDRHIIRDBIN D570y, TWAV 7 7 A V74— bat L) WWW R—I 03 -
T, INDBRIZ9,

¥, C TFFT 27 %I2iZ, TOoura’s Mathematical Software Packagess® 12& % K FFT
2 DVBEEIO,

4.2 HHE readwave.c (WAVE>TFAK « T71))

http://nalab.mind.meiji.ac.jp/~mk/program/sound/readwave.c

RoDNFD, YN—ZAL =) 7D, HEDAHEZL .-

E7/ DS L piano.wavd L\ WAVE 7 7 A VOWNEZTF AL - 7 74T
2L TH 5,

oyabun), gcc -o readwave readwave.c
oyabunj, ./readwave piano.wav piano.txt

oyabunj, ./readwave piano.wav > piano2.txt

3http://nalab.mind.meiji.ac.jp/ mk/knowhow-2020/n0ode37.html
‘http://www.kk.iij4u.or.jp/ kondo/wave/index.html
Shttp://www.kurims.kyoto-u.ac.jp/ ooura/index-j.html
®http://nalab.mind.meiji.ac.jp/ mk/labo/text/sound-files/piano.wav

10



-

oyabun), 1ls -1 piano.wav piano.txt piano2.txt

-rw-r--r-- 1 mk 1ab00 2814838 3H 6H 13:44 piano.txt
-rw-r--r-- 1 mk 1ab00 2828151 3H 6H 13:49 piano2.txt
-rw-r--r-- 1 mk 1ab00 1234592 1 H 23 H 20:39 piano.wav
oyabuny, head piano.txt

#original file: piano.wav

#number of channels: 2

#sampling rate: 44100

#number of bits (per sample): 16

#number of samples: 307017

64 64

62 62

65 62

65 63

65 60

N

N

- piano2.txt (A LILE)

RIFF 7 — % DY A X=1234584
fmt 7 — % DY A X=18
01 00 02 00 44 ac 00 00 10 b1 02 00 04 00 10 0O
00 00
FEFEAE PCM T,
AT VA TT,
TV e L— b BERGEBEHED =44100
140 N4 H=176400
7y JiER=4
Ey /Y T v=16
PEREERY A X=0
PAD ¥ 7 23H ) ET, # PAD F v v 7 DY A X=4042
# 00 00 00 00 00 OO0 OO0 OO 00 OO 00O OO0 00 00 00 00
(i)
# 00 00 00 00 00 00 00 00 00 00
# fact FY v I/DHNET, # fact T DY A X=4
# 49 af 04 00
# data 7 —% DY A X=1228068
#original file: piano.wav
#number of channels: 2
#sampling rate: 44100
#number of bits (per sample): 16
#number of samples: 307017
64 64
62 62
(g ——— R )
-114 -63
-111 -59
-112 -61
-109 -53
-108 -51

H OH H H HHHHHH AR

readwave.c —-- fEEME WAVE 7 7 AV EFHATTFAL - 774 0I2T 3
BET A LI F o EEL A

version 3 (2005/7/4) "PAD " F ¥ v 7 OFFEEZRM D Z X

*
*
*
* version 2 (2003/12/21)
*
* version 4 (2013/10/26) #include ¥ L7, XFa— F% UTF8IZ L 7=,

11



version 5 (2014/8/12) FLLR F % ¥ 7 OFFAEZHD Z UG
version 5.1 (2017/10/9) www.math.meiji.ac.jp 2% 2 %
version 6 (2020/12/22) LIST F ¥ ¥ 7 DFEZRHID Z 1L )G
version 7 (2020/12/24) fread() %ffi) kI icL 7

2V XA ) gcc —o readwave readwave.c

(EA%YH
(1) ./readwave <WAVE 7 7 A V%> <7 F A b « 774 V%>
(2) ./readwave <WAVE 7 7 A V4>
EEE I
(3) ./readwave

FHEA 25 A, BRYEH I

AT
http://nalab.mind.meiji.ac.jp/ mk/program/

ZHEIC L 7154
URL: http://member.nifty.ne.jp/Ryuz/programing/wavefmt.html
-> http://homepage3.nifty.com/ryuz/programing/wavefmt.html

W BB T B B BT
~/Sotsuken/2007/sound/readwave/

¥ X X X X X X X X K K X X X X X X X X X ¥ ¥ ¥

*
~

#include <stdio.h>
#include <stdlib.h>
#include <string.h>

const int verbose = 1;
const int debug = O;
FILE *out;

void usage(char *prog)
{
fprintf (stderr, "usage (1): %s\n", prog);
fprintf (stderr, "usage (2): %s <wave-file-name>\n", prog);
fprintf (stderr, "usage (3): %s <wave-file-name> <text-file-name>\n", prog);
exit(0);
}

int readint(FILE *in)

{
int cl1, c2, c3, c4;
cl = getc(in); c2 = getc(in); c3 = getc(in); c4 = getc(in);
return cl + 256 * (c2 + 256 * (c3 + 256 * c4));

}

int checkstring(unsigned char *buf, char xkey)
{
int i, n = strlen(key);
for (i = 0; 1 < n; i++)
if (buf[i] !'= keyl[il) {
fprintf(stderr, "%s I \"%s\" &—F L &\ \n", buf, key);
exit(1);
}
return O;

}

void dump(unsigned char *buf, int n)
{

int i;

printf("# ");

12



for (i = 0; i < n; i++) {
printf (" %02x", bufl[il);
if (1 + 1) % 16 == 0)
printf("\n# ");

}
printf ("\n");
}
int read2byte(unsigned char *buf)
{
return buf[0] + 256 * buf[1];
}
int read1(FILE *in)
{
int ¢ = getc(in);
if (debug) {
printf ("%02x ", c);
fprintf (out, "%02x ", c);
}
return c;
}
int read2(FILE *in)
{
int c1, c2, c;
cl = getc(in); c2 = getc(in);
if (debug) {
printf ("%02x %02x ", cl, c2);
fprintf (out, "%02x %02x ", cl, c2);
}
c =cl + (c2 << 8);
if (c >= 32768)
c —= 65536;
return c;
}

int read4byte(unsigned char *buf)
{

return buf[0] + 256 * (buf[1] + 256 * (buf[2] + 256 * buf[3]));
}

void analyze(unsigned char *buf,
int *fmt_tag, int *num_channel, int *sampling_rate,
int *bytes_per_seconds, int *block, int *num_bits,
int *extended_information_size)

*fmt_tag = read2byte(buf);

*num_channel = read2byte(buf + 2);

*sampling rate = read4byte(buf + 4);
*bytes_per_seconds = read4byte(buf + 8);

*block = read2byte(buf + 12);

*num_bits = read2byte(buf + 14);
*xextended_information_size = read2byte(buf + 16);

}

void readpcm(FILE *in, int size, int bits, int channel)
{
int i, c, right;
if (bits == 16) {
if (channel == 2) {
for (i = 0; 1 < size / 4; i++) {
¢ = read2(in); right = read2(in);

13



if (verbose) printf("d %d\n", c, right);
fprintf (out, "%d %d\n", c, right);
}
}
else {
for (i = 0; 1 < size / 2; i++) {
¢ = read2(in);
if (verbose) printf("%d\n", c);
fprintf (out, "%d\n", c);
}
}
}
else {
if (channel == 2) {
for (i = 0; 1 < size / 2; i++) {
¢ = read1(in); right = readl(in);
if (verbose) printf("Jd %d\n", c, right);
fprintf (out, "%d %d\n", c, right);
}
}
else {
for (i = 0; 1 < size; i++) {
¢ = readl(in);
if (verbose) printf("%d\n", c);
fprintf (out, "%d\n", c);
}
}
}
}

/¥ WO D 7 7 A NDOAHT */

char *input_fname, *output_fname, *prog_name;

int main(int argc, char **argv)
{
int size;
FILE *in;
unsigned char buf[5120];
unsigned char *buf2;
int fmt_tag, num_channel, sampling rate, bytes_per_seconds;
int block, num_bits, extended_information_size;

prog_name = argv[0];
if (argc > 3)
usage (prog_name) ;

if (argc == 3) {
output_fname = argv[2];
if ((out = fopen(output_fname, "w")) == NULL) {
fprintf (stderr, "%s A —7 2 TEZ£¥ A, \n", output_fname);
exit(1);
}
}
else {
output_fname = "stdout";
out = stdout;
}
if (argc >= 2) {
input_fname = argv[1];
if ((in = fopen(input_fname, "r")) == NULL) {
fprintf (stderr, "%s 4 —7 > TZ£¥A, \n", input_fname);
exit(1);
}
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}
else {
input_fname = "input"; in = stdin;

}

// setstring(buf, in, 4) ¥ fread(buf, 1, 4, in) TRWL» 7%,
/x Ny F—%5EEe */
fread(buf, 1, 4, in); checkstring(buf, "RIFF");
size = readint(in); printf("# RIFF 7 —% DY A X=Yd\n", size);
fread(buf, 1, 4, in); checkstring(buf, "WAVE");
fread(buf, 1, 4, in); checkstring(buf, "fmt ");
size = readint(in); printf("# fmt 7 —% DH¥ A X=%d\n", size);
fread(buf, 1, size, in); dump(buf, size);
analyze(buf, &fmt_tag, &num_channel, &sampling_rate,
&bytes_per_seconds, &block, &num_bits,
&extended_information_size);
printf ("# JEEAME PCM%s, \n", (fmt_tag == 1) ? "TY" : "TlEHH FHA");
printf ("# %s T9, \n", (num_channel == 1) ? "E/ J)L" : "AFLA");
printf("# V7Y v 7 - L— b BERMUABEE)=%d\n", sampling_rate);
printf ("# 1 ¥4 D DA F=%d\n", bytes_per_seconds);
printf("# 70 v 7 EH=Yd\n", block);
printf ("# Y v F/Y Y 7 IL=Yd\n", num_bits);
printf ("# JARIRIGEY A X=%d\n", extended_information_size);
while (1) {
fread(buf, 1, 4, in);
if (strncmp("data", (char *)buf, 4) == 0) {
if (verbose)
printf ("# data ¥ ¥ 7 WO o7 \n");
break;
}
else {
// data ¥ > 7 DA+, "PAD "& 2 "FLLR" &% "fact" &4 "LIST" &»
if (verbose) {
buf [4] = O;
printf ("# %s T ¥ v 7 23H %, YA RXiL%d\n", buf, size = readint(in));

fread(buf, 1, size, in);
dump (buf, size);
}
else {
size = readint(in);
fseek(in, size, SEEK_CUR);
}
}
}
size = readint(in);
if (verbose)
printf ("# data 7 —% DY A X=Y%d\n", size);

/x HEHT */
fprintf (out, "#original file: %s\n", input_fname);
fprintf (out, "#number of channels: %d\n", num_channel);
fprintf(out, "#sampling rate: %d\n", sampling_rate);
fprintf (out, "#number of bits (per sample): %d\n", num_bits);
fprintf (out, "#number of samples: J%d\n",
size / num_channel / (num_bits / 8));
readpcm(in, size, num_bits, num_channel);
fclose(out);

return 0;
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4.2.1 BOREE (BEORKHEZEIL) 2R3

oyabunj, ./readwave piano.wav > piano.txt

oyabunj, gawk ’(NR>=40000 && NR< 41000) {print NR,$1,$2}’ piano.txt > piano2.txt
oyabunj, gnuplot

gnuplot> plot "piano2.txt" with lines

15000 T T T T T T T T
"piano2.txt"

10000 | |
A 0 [ \

\ ' \|
5000 - | \ [ ‘ li [V, [

-5000

-10000 f

-15000 L
40000 40100 40200 40300 40400 40500 40600 40700 40800 40900 41000

4: 7 7 DEDWIE (K 6 BIHT)

4.3 HE writewave.c (TFAK « 771J)L—> WAVE)

writewave |&, readwave D1 ZFEA T WAVE 7 7 A WZAET %, (5ea7snidiZeifs L
IO TIERL, Ny F =D D £9, )

http://nalab.mind.meiji.ac.jp/~mk/program/sound/writewave.c
R AR IR Ty N

oyabunj, gcc -o writewave writewave.c
oyabuny, ./readwave piano.wav piano.txt
oyabunj, ./readwave piano.wav > piano2.txt
oyabunj, ./writewave piano.txt pianol.wav
oyabunj, ./writewave piano2.txt > piano2.wav
oyabunj, ./readwave piano.wav | ./writewave > piano3.wav J

o

N

~
*

writewave.c ——— fELHIPCM 7 — % (FF AL« 77A4L) S WAVE 7 7 A V%2{ES

version 1 (2003/12/21)

version 2 (2013/10/26)
FRUVDREIT 5 AN (2840« T —[a[ik),
XFa—F# UTF8 IZ L7z,

2V XA ) gcc —o writewave writewave.c

T
(1): ./writewave <7 ¥ A b + 7 74 )VE> <WAVE 7 7 14 V4>

(2): ./uwritewave <TX¥ A L + 774 V4>

* XK X X X X X X X X *
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* e I

*  (3): ./writewave

* BRHEA 70 6 N0, BRE TN

*

*  AF:

* http://www.math.meiji.ac.jp/ "mk/program/

*

*  ZHEICL I ER

*  URL: http://member.nifty.ne.jp/Ryuz/programing/wavefmt.html
* -> http://homepage3.nifty.com/ryuz/programing/wavefmt.html
X

*  HRUEVTH 2507

* ~/Sotsuken/2007/sound/readwave/

*/

#include <stdio.h>
#include <stdlib.h>
#include <strings.h>

int verbose = 1;
#define fwritel6(out,n) {fputc((n)&0xff, (out));fputc(((n)>>8)&0xff, (out));>}

#define fwrite32(out,n) {fputc((n)&0xff, (out));fputc(((n)>>8)&0xff, (out));\
fputc(((n)>>16)&0xff, (out)) ; fputc(((n)>>24)&0xff, (out));}

void usage(char *prog_name)

{
fprintf (stderr, "usage: %s <txt-file> <wave-file>", prog_name) ;
exit(1);

}

int main(int argc, char **xargv)
{
int num_channels, num_bits, num_samples, sampling_rate;
FILE *in,*out;
char buf[4096], original_fname[1024];
char *prog_name, *input_fname, *output_fname;
int left, right, c;
int ready = 0, len;
int fmt_size, fmt_tag, bytes_per_seconds, block, extended_information_size,
data_size, riff_size;
static char label[5][32] =
{"#original file: ",
"#number of channels: ",
"#number of bits (per sample): ",
"#number of samples: ", "#sampling rate: "};

prog_name = argv[0];

if (arge > 3) {
usage (prog_name) ;
}
if (argec == 3) {
output_fname = argv[2];
if ((out = fopen(output_fname, "w")) == NULL) {
fprintf(stderr, "7 74V %s DA =7V TEEFHA, \n",
output_fname) ;
exit(1);
}
}
else {
output_fname = "stdout";

17



out = stdout;

}
if (argc >= 2) {
input_fname = argv[1i];

if ((in = fopen(input_fname, "r")) == NULL) {
fprintf (stderr, "AH7 7 AN %s DA =7V TEFHA, ",

input_fname)

exit(1);
}
}
else {
input_fname = "stdin";
in = stdin;
¥
while (fgets(buf, sizeof
if (buf[0] == *#°) {
switch (buf[1]) {
case ’0’:

’

(buf), in) != NULL) {

if (strncmp(buf, label[0], len = strlen(label[0])) == 0) {
sscanf (buf + len, "Ys", original_fname);

ready |= 0x01;
}
break;
case ’n’:

if (strncmp(buf, label[1], len = strlen(label[1])) == 0) {
sscanf (buf + len, "%d", &num_channels);

ready |= 0x02;
}

else if (strncmp(buf, label[2], len = strlen(label[2])) == 0) {
sscanf (buf + len, "%d", &num_bits);

ready |= 0x04;
}

else if (strncmp(buf, label[3], len = strlen(label[3])) == 0) {
sscanf (buf + len, "%d", &num_samples);

ready |= 0x08;
}
else {

fprintf (stderr,

}
break;
case ’s’:

"unknown: %s\n", buf);

if (strncmp(buf, label[4], len = strlen(label[4])) == 0) {
sscanf (buf + len, "Jd", &sampling_rate);

ready |= 0x10;
}
break;
default:

/x fiH Ly */
}
if (ready == 0x1f) {
if (verbose) {
fprintf (stderr,
fprintf (stderr,
fprintf (stderr,
fprintf (stderr,
fprintf (stderr,
}
break;
}
}
else {

"original file: %s\n", original_fname);
"number of channels: %d\n", num_channels);
"number of bits: %d\n", num_bits);

"number of samples: %d\n", num_samples);
"sampling rate: %d\n", sampling_rate);

/% NT A= =i\ (ready == 0x1f %564V I bHIC
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* BT —FPRIOTT =7 %/
printf ("ready=%0x\n", ready);
fprintf (stderr, "%s\n", buf);
exit(1);

}
}

/x fmt T Y7 */

fmt_size = 18; /* 2+2+4+4+2+2+2 */

fmt_tag = 1; /* fEEHE PCM */

bytes_per_seconds = sampling _rate * (num_bits / 8) * num_channels;
block = 1; /* 7Ry ZER (MO L ?) x/

extended_information_size = 0;

/x fact F ¥ v 7D\ %/

/* data T ¥ 7 */

data_size = num_samples * (num_bits / 8) * num_channels;

/% x/

riff_size = fmt_size + data_size;

/x Ny F—mEL */
fprintf (out, "RIFF");
furite32(out, riff_size);
fprintf (out, "WAVE");
fprintf (out, "fmt ");
fwrite32(out, fmt_size);

fwritel6(out, fmt_tag); /* 2bytes */
furitel6(out, num_channels); /* 2bytes */
furite32(out, sampling_rate); /* 4bytes */
fwrite32(out, bytes_per_seconds); /* 4bytes */
fwritel6(out, block); /* 2bytes */
fwritel6(out, num_bits); /* 2bytes */

furitel6(out, extended_information_size); /* 2bytes */
fprintf (out, "data");
fwrite32(out, data_size);

if (num_channels == 2 && num_bits == 16)
while (fgets(buf, sizeof (buf), in) != NULL) {
sscanf (buf, "%d%d", &left, &right);
fputc(left & Oxff, out); fputc((left >> 8) & Oxff, out);
fputc(right & Oxff, out); fputc((right >> 8) & O0xff, out);
}
else if (num_channels == 2 && num_bits == 8)
while (fgets(buf, sizeof (buf), in) != NULL) {
sscanf (buf, "%d%d", &left, &right);
fputc(left & Oxff, out);
fputc(right & Oxff, out);
}
else if (num_channels == 1 && num_bits == 16)
while (fgets(buf, sizeof (buf), in) != NULL) {
sscanf (buf, "%d", &c);
fputc(c & Oxff, out); fputc((c >> 8) & Oxff, out);
}
else if (num_channels == 1 && num_bits == 8)
while (fgets(buf, sizeof(buf), in) != NULL) {
sscanf (buf, "%d", &c);
fputc(c & Oxff, out);
}
fclose(out);
return O;
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5 Java THOYRZIKRS

5.1 ZFICUBER

1. Sun BARITH L TOAHHR (2 v T2 I 20 AV v FOLHITHREZT 2 LTS
b D)

2. http://forum. java.sun.com/thread. jspa?threadID=5205151\&tstart=75

3. TJava T HelloWorld %7 ~ R

2007 FEAEMDE - T 6, KETHME [7] ZAROF 7 (ICLWEDAVTHY KEZ A D%
H2RER R wE W) LT, ETHHIBBHRI L), JIERN (BEID), boEFA
DT TEBIFIEERS7TINE, FHHHFLDIFEEKICRo R WEEZ LT EICL L),

FEH DA D Java 135520 K%, P8 { 65T, 77— VICHEMRITIEL
<7,

5.2 H#i{E DumpWave.java — WAVE 771 ILIEZ 5P > THEROH S

http://nalab.mind.meiji.ac.jp/~mk/program/sound/DumpWave. java

CE Y=Y

AudioInputStream ais = AudioSystem.getAudioInputStream(new File("sound.wav")) ;
byte [] data = new byte [ais.available()];
ais.read(data);

ais.close();

EwH 2,
(77 R+ 7477V 4DMEZ5DT, readwave.c DL ) BIEKL )LD T LITT 2 40%ED
0, )

DL T =% %2 RIS ETED, 1 N FIORARLD, Y%A AT OmAREDT
5 read) XV vy FbdH5 (Fv P THERT S EEHRICEDD5),

1 /%

2 * DumpWave. java

3 x/

4

5 import java.io.IOException;

6 import java.io.File;

7 import javax.sound.sampled.*;

8

9 public class DumpWave {

10 public static void main(String [] args) {

11 try {

12 AudioInputStream ais =

13 AudioSystem.getAudioInputStream(new File(args[0]));
14 /] A=TAFANAT) =6 T =8 Z2ml (—XIlmb/N—2 av)
15 byte [] data = new byte [ais.available()];

16 ais.read(data);

17 ais.close();

18 /] 77ANDT ==y N5

19 AudioFormat af = ais.getFormat();

"http://www.hellohiro.com/sound.htm
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20 System.out.println("#channels: " + af.getChannels());
21 System.out.println("#isBigEndian: " + af.isBigEndian());
22 System.out.println("#FrameSize: " + af.getFrameSize());
23 System.out.println("#SampleSizeInBits: " + af.getSampleSizeInBits());
24 System.out.println("#SampleRate: " + af.getSampleRate());
25 if (af.getEncoding() == AudioFormat.Encoding.PCM_SIGNED) {

26 System.out.println("#fF5ff PCM") ;

27 }

28 else if (af.getEncoding() == AudioFormat.Encoding.PCM_UNSIGNED) {
29 System.out.println ("#fF5 & PCM") ;

30 }

31 System.out.println("#¥% A X: " + data.length + "/3A |, "

32 + data.length / af.getSampleRate() + "Fo");
33 /] ATVvA, 16 €y b, FFEAPCM, Y PV Y T4 T DA

34 if (af.getChannels() == 2 &&

35 af .getSampleSizeInBits() == 16 &&

36 af .getEncoding() == AudioFormat.Encoding.PCM_SIGNED &&

37 ('af.isBigEndian())) {

38 short left, right;

39 for (int 1 = 0; i < data.length; i += 4) {

40 left = (short) (datali] & Oxff | (datal[i+1] << 8));
41 right = (short) (data[i+2] & Oxff | (datal[i+3] << 8));
42 System.out.println("" + left + " " + right);

43 }

44 }

45 else {

46 System.out.println("#A 7 L 4,16 Ev I, fF5ff PCM, V bV TV T4 7V D AN
JE") 5

a7 }

48 } catch (Exception e) {

49 e.printStackTrace();

50 System.exit (1) ;

51 by

52 }

53 }

mathpc), javac DumpWave. java
mathpc’ java DumpWave piano.wav
#channels: 2
#isBigEndian: false
#FrameSize: 4
#SampleSizeInBits: 16
#SampleRate: 44100.0
#7551 PCM
#3 A X: 1228068 /A I, 27.847347
64 64
62 62
65 62
(BeH)

N

5.3 #i{E PlayWave.java — WAVE 7 71 ILZFHRATEZHBE

http://nalab.mind.meiji.ac.jp/~mk/program/sound/PlayWave.java
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I Java T HelloWorld ¥ 77 &~ Ffga8 v 7N« 70 75 L.03b 5%, 2n%5EI L E-
-7ar’ oAb,

1 /%

2 * PlayWave.java ——— WAVE 7 7 A VO E %2 HAET 3

3 %/

4

5 import java.io.IOException;

6 import java.io.File;

7 import javax.sound.sampled.*;

8

9 public class PlayWave {

10 public static void main(String [] args) {

11 try {

12 AudioInputStream ais =

13 AudioSystem.getAudioInputStream(new File(args([0]));
14 /] =T 4FAHNANY) = L6 T =% 225G
15 byte [] data = new byte [ais.available()];
16 ais.read(data);

17 ais.close();

18 /] 77ANDT F—=v &N

19 AudioFormat af = ais.getFormat();
20 /] HET S
21 Dataline.Info info = new DatalLine.Info(SourceDataline.class, af);
22 SourceDataline line = (SourceDataline)AudioSystem.getLine(info);
23 line.open(af);
24 line.start();
25 line.write(data, O, data.length);
26 } catch (Exception e) {
27 e.printStackTrace();
28 System.exit (1) ;
29 }
30 }
31}

H LA LT, line.drain(); & line.close(); HAAEDN,
a4 L &FEFT

knoppix$ javac PlayWave.java
knoppix$ java PlayWave piano.wav

%E, Clip E LTHAETZHELH 5, RN LR,

1 /%

2 PlayWave_another.java --- Clip ZflioTHAET 2 (&%)

3 x TS ORHPRIBCOTHEPFIICIIS XD ERDLVITNRE -

4  */

5

6 import java.io.x;

7 1import javax.sound.sampled.*;

8

9 public class PlayWave_another {

10 public static void main(String [] args) throws Exception {

11 AudioInputStream ais =

12 AudioSystem.getAudioInputStream(new File(args[0]));

13 Clip clip = (Clip)AudioSystem.getLine(new Line.Info(Clip.class));
14 try {

15 clip.open(ais);

16 clip.loop(0); // 0+1 [IFfAE--Z# 7% 5 clip.start() TH LW
17 while (clip.isRunning()) {

18 Thread.sleep(100);

8http://www.hellohiro.com/sound.htm
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19 }

20 }

21 finally {

22 clip.close();

23 System.exit(0); // TEIMTH B
24 }

25 }

26 1

54 NA70KRKYTHRELT WAVE 7 71 IILZERK
FJava C HelloWorld %7 ¥ Fi#gs® I 7 - a5 0035 %,

5.5 Hi{E ReadWave.java

(ZHUEE S TATAD D, B0tk s LTEL TE <, BTN L% TJava T Hel-
loWorld %7 ¥ Fiffiia 25FIZ L72DED, B> T 6, K [7] L) KRE BT,
ZNEHAUSES > 7 12T, )

http://nalab.mind.meiji.ac.jp/~mk/program/sound/ReadWave.java

ReadWave.java |, Wave 7 7 A VW ZGiAAAA T, BZIRL LAV, HiFET —4% ZHfi#k
REBTRT T8 THD, A—T 44+ T—FDKHRIZ, Java DT TR« 5475 4 H%ill
RTLNBDT, HETTHENTT 2 FMIFE T T3 (Cf: readwave.c),

a V84 L &EFT

knoppix$ javac ReadWave.java
knoppix$ java ReadWave piano.wav > piano.txt

Fxv 7 HIZhttp://nalab.mind.meiji.ac.jp/~mk/labo/2007/piano.wav & http://nalab.
mind.meiji.ac.jp/~mk/labo/2007/piano.txt Z A L TE <,

V=R 7077 LIFHECD, ()16EY k- ATLA, (i) 8EY k- AT LA, (iii)
6EY M-/ 7L, (iv)SEY - E/ TN, EADIIEATTLTHLID6THD (AY
By T4 7Ty DEG L, FFFOAMOENT, I5ICHATT T 208 N H 505, %
NG L 72— B0 TE, THUIRRED b HnZ vy (2013/10), ).

//

// ReadWave. java

//  2008/1/30 #1% TERR

//  2008/2/13 — KBTI 2S5, Byte 35 &7 o7,
//  2008/2/15 ®EHEy MEEZ I TRb TS Z i L 7,

//

0 ~N O Ul WN -

import java.io.File;
9 import javax.sound.sampled.x*;

11 public class ReadWave {
12 private static final int EXTERNAL_BUFFER_SIZE = 128000;
13 public static void main(String[] args) {

14 int frameSize; //

15 int sampleSizelnBits; // HA7 —F DEMHOE v M (16 £713 8)
16 int channels; /] T FVDE QBATVE, 1BE/ 7))
17 float sampleRate; /] 7TV Tr—F WM. D)

18 boolean isStereo; /] AT VAD

Yhttp://www.hellohiro.com/sound.htm
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19
20
21
22
23
24
25
26
27
28
29
30
31
32
33
34
35
36
37
38
39
40
41
42
43
44
45
46
a7
48
49
50
51
52
53
54
55
56
57
58
59
60
61
62
63
64
65
66
67
68
69
70
71
72
73
74
75
76
7
78
79
80
81

boolean isBigEndian; // Ev 7LV T4 7vix (BN A F3%eh)
if (args.length == 0) System.exit(0);

try {

/! File 7 7 ADA Y A Y v RA%HRT %
File soundFile = new File(args[0]);
/] =T A FANAL ) —LZ2HRT 25

AudioInputStream audioInputStream = AudioSystem.getAudioInputStream(soundFile);

/] A =T 4 A7 r—=v b EHET 3

AudioFormat audioFormat = audioInputStream.getFormat();

/]l T—=8 74 VDERY 7Y =7 b =ERT S

DatalLine.Info info = new DatalLine.Info(SourceDataline.class,audioFormat);
// BESINIT = 74 VIERICET 274 v 2HET 5

SourceDataline line = (SourceDataline) AudioSystem.getLine(info);

/[l WEINIA—T 4 AWATIA v 2HEET

line.open(audioFormat) ;

/] FA v TOT—=F Az aRIC L £§

line.start();

/] T = D% R AI S
channels =
isStereo =

isBigEndian

frameSize
sampleSizeInBits = audioFormat.getSampleSizeInBits();
sampleRate

System.
System.
System.
System.
System.
System.

out
out
out
out
out
out

audioFormat.getChannels();
(channels == 2);

= audioFormat.isBigEndian();
audioFormat.getFrameSize() ;

= audioFormat.getSampleRate();

.println("#original file: " + args[0]);

.println("#number of channels: " + channels);
.println("#sampling rate: " + sampleRate);

.println("#number of bits per sample: " + sampleSizeInBits);
.println("#FrameSize: " + frameSize);
.println("#isBigEndian: " + isBigEndian);

if (audioFormat.getEncoding() == AudioFormat.Encoding.PCM_SIGNED) {
System.out.println("#PCM Signed");

}

else if (audioFormat.getEncoding() == AudioFormat.Encoding.PCM_UNSIGNED) {
System.out.println("#PCM Unsigned!!!");
System.exit (0);

}
else {

System.out.println("#NO PCM!!");
System.exit (0);

3

/] EET =8 &2RAND, KBS LT, BiEz IR
int nBytesRead = O;
bytel[] abData = new byte [EXTERNAL_BUFFER_SIZE];
if (isStereo) {
if (sampleSizelInBits == 16) {

//

1I6EY FRATLA (7VY—)

while (nBytesRead !'= -1) {

/] =T 4 FA M) =6 T —F ZirAARET
nBytesRead = audioInputStream.read(abData, O, abData.length);
if (nBytesRead >= 0) {
/] A=—TAFT =% IXH—ICHEZIAHRET
int nBytesWritten = line.write(abData, O, nBytesRead);
for (int i = 0; i < nBytesRead; i += 4) {
short left, right;

left = (short) (abDatali] & Oxff | (abDatal[i+1] << 8));
right = (short) (abDatal[i+2] & Oxff | (abDatal[i+3] << 8));
System.out.println("" + left + " " + right);
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82

83

84

85

86

87

88

89

90

91

92

93

94

95

96

97

98

99
100
101
102
103
104
105
106
107
108
109
110
111
112
113
114
115
116
117
118
119
120
121
122
123
124
125
126
127
128
129
130
131
132
133
134
135
136
137
138
139
140
141
142
143
144

¥
}
else { // sampleSizeInBits == 8
// 8y FATLA (7V—)
while (nBytesRead != -1) {
/] =T A TAP) =06 T —F ZitrrHET
nBytesRead = audioInputStream.read(abData, O, abData.length);
if (nBytesRead >= 0) {
/] A=TAAT =2 IFF—ICESRAARET
int nBytesWritten = line.write(abData, O, nBytesRead);
for (int i = 0; i < nBytesRead; i += 2) {
short left, right;
left = (short) (abDatali] & Oxff);
right = (short) (abDatali+1] & Oxff);
System.out.println("" + left + " " + right);

}

else {

// €&/ 7))
if (sampleSizeInBits == 16) {
// 16 EvY FE/ TV
while (nBytesRead != -1) {
/] =T AFA M) =0T —F52HAAARET
nBytesRead = audioInputStream.read(abData, O, abData.length);
if (nBytesRead >= 0) {
/] =T 4 A7 =% I XY —1tHEEAAET
int nBytesWritten = line.write(abData, O, nBytesRead);
for (int i = 0; i < nBytesRead; i += 2) {
short c;
¢ = (short) (abDatal[i] & Oxff | (abDatal[i+1] << 8));
System.out.println("" + c);

}
}
else { // sampleSizelInBits ==
// 8EY FE/ IV
while (nBytesRead != -1) {
/] =T AFA M) =200 T =Y 52HAAARET
nBytesRead = audioInputStream.read(abData, O, abData.length);
if (nBytesRead >= 0) {
/] =T 4 AT —=F% I XY —IcHEEAAET
int nBytesWritten = line.write(abData, O, nBytesRead);
for (int i = 0; i < nBytesRead; i++) {
short c;
¢ = (short) (abDatal[i] & Oxff);
System.out.println("" + c);

}

/] A4S Fa—IlAoTwE T = %2R LT
line.drain();
// 74 v EHACET

line.close();

System.exit (0);
catch (Exception e) {
e.printStackTrace();
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145 System.exit(1);
146 }

147 }

148 }

5.6 Hi{F MakeWaveFile.java — B{ETF—Y D5 Wave 771 ILZES

http://nalab.mind.meiji.ac.jp/~mk/program/sound/MakeWaveFile. java

/*
* MakeWaveFile. java
*  version 1 (2008/3/5) by mk
* 2. http://okwave.jp/qal942478.html

*/

0 ~N O Ul WN -

import java.io.IOException;

9 import java.io.File;

10 import java.io.InputStream;

11 import java.io.ByteArrayInputStream;
12 import javax.sound.sampled.*;

13

14 public class MakeWaveFile {

15 public static void main(String[] args) throws IOException {

16 // EDPCMT—% (44.1kHz, BLE v b16, AT LA, 31
17 byte[] data = new byte[44100 * 2 * 2 x 3];

18 /] WY T =8 (ROFIRRATVBEZL T —YICEATHL))

19 for (int i = 0; i < data.length; i++) {

20 datali] = (byte) (((1i & (1 << 6)) == 0) 7 -18 : 18);
21 b

22 /] A—=T 447 4—<v s 2% (44.1kHz, 16bit, stereo)
23 AudioFormat audioFormat =

24 new AudioFormat (AudioFormat.Encoding.PCM_SIGNED,

25 44100.0F, 16, 2, 4, 44100.0F, false);
26 // ByteArrayInputStream % AudioInputStream IZ7 %

27 InputStream in = new ByteArrayInputStream(data);

28 AudioInputStream ais = new AudioInputStream(in,

29 audioFormat,
30 44100 * 2 * 2);
31 /] =T 4 F7 7 A VOMBEEEE

32 AudioFileFormat.Type targetType = AudioFileFormat.Type.WAVE;
33 /1 W7 7 AVH

34 File outputFile = new File("test.wav");

35 /] Ao, EEL

36 AudioSystem.write(ais, targetType, outputFile);

37 }

38 }

5.7 FFT

5.7.1 FFTPACK

http://java.sun.com/j2se/1.5.0/ja/docs/ja/api/javax/sound/sampled/AudioSystem.html

FETW LS HBRDH 5 D7Z2TFNE | Java 225 EH ) A A F 0302657 DT,

FHEHTLPOTVBERLDZNMEHICTAZ EICL 7,
TFET 29O WTD X E — FFTPACK of|HicmiFC — 10

Ohttp://nalab.mind.meiji.ac.jp/ mk/labo/text/fft-lecture.pdf
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5.7.2 XKH#EFFT

CTHEPNZPHH FFT (G 7=V /a4 ¥ /34 v Bf) Sy 7 — by Kifithik!!
X, HEEIVS LI Java ICEZEE 5,
o AYRANKT AT ~

oyabunj, tar xzf fft.tgz
oyabunj, cd fft

oyabuny, cd samplel

oyabunj, make

oyabuny, ./test4dg

data length n=7 (must be 2°m)
1024

cdft err= 5.55112e-16

rdft err= 4.44089e-16

ddct err= 7.77156e-16

ddst err= 6.66134e-16

dfct err= 4.44089e-16

dfst err= 7.77156e-16
test4g_h, test8g, test8g_h, testsg, testsg_h (T DWW T [FEER
oyabuny, cd ../sample2
oyabunj, make

oyabunj, ./pi_fftég

S ()L
N J

2007 SEERAPT—ARE I fftdg.c & Java ICESHZ THH L 72,

5.7.3 jfftpack

Paul N. Swarztrauber @ FFTPACK"? (31 22652 714 77 4 7223, Java ~DIEHH
jfftpack (by Baoshe Zhang baoshe.zhang@uleth.ca)® 73&% %,

FETPACK 22V T, == 2 7 VOHER 'TFFTPACK M ZHEL TH %,

HFClE, v 7V - 7a 7 F b testjfftpack-unix.tar.gz!®, testjfftpack-win.1zh!®
ZHEL 7%,

knoppix$ tar xzf testjfftpack-unix.tar.gz
knoppix$ cd testjfftpack-unix

knoppix$ javac -cp jfftpack.jar testfft.java
knoppix$ java -cp jfftpack.jar:. testfft

/*
* testfft.java
*  FFTPACK O Java it jfftpack (http://www.netlib.org/fftpack/ TAFH])
*  http://www.math.meiji.ac.jp/ mk/labo/2007/jfftpack.jar IZH¥ 2

S W N -

Uhttp://www.kurims.kyoto-u.ac.jp/ ooura/fft-j.html
2http://www.netlib.org/fftpack/
Bhttp://www.netlib.org/fftpack/jfftpack.tgz
“http://nalab.mind.meiji.ac.jp/ mk/labo/text/fftpack-index.pdf
5http://nalab.mind.meiji.ac.jp/ mk/labo/2007/testjfftpack-unix.tar.gz
http://nalab.mind.meiji.ac.jp/ mk/labo/2007/testjfftpack-win.lzh
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* X X X X X X %

[y
w
*

~

jfftpack.jar DOZE % BEAR CLASSPATH THET %,

(1) Windows Tl set CLASSPATH=YCLASSPATHY%; & Z2°\jfftpack.jar
(2) Linux T3 export CLASSPATH=$CLASSPATH: & Z7»/jfftpack.jar

HBWIE java 2 FD -classpath & 7> a vzfli),

java -classpath & Z7%»/jfftpack.jar:. testfft

15 import ca.uol.aig.fftpack.x*;

17 public class testfft {

18 public static void main(String args([]) {
19 int i,n;
20 double dx,x;
21 double [] a;
22 n = 1024;
23 a = new double [n];
24 RealDoubleFFT myfft = new RealDoubleFFT(n);
25 /7 n %5y L OBIE % Rk %
26 dx = 2 * Math.PI / n;
27 for (i = 0; i < n; i++) {
28 x = i * dx;
29 al[i] = 1+2*Math.cos(x)+3*Math.sin(x)+4*Math.cos(2*x);
30 }
31 // B Fourier 2
32 myfft.ft(a);
33 // Fourier tR%% K %
34 al0] /= n;
35 for (i = 1; i < mn; i++)
36 ali]l = alil / ( / 2.0);
37 /] 1,2,3,408bx§H5
38 for (i = 0; i < 10; i++)
39 System.out.printf("i=}d: %f\n", i, Math.abs(alil));
40 // System.out.println("i=" + i + ":" + Math.abs(a[il));
41 3
42 }
4 . Y h
[chronos:sound/sound/jfftpack] mk) java testfft
i=0: 1.000000
i=1: 2.000000
i=2: 3.000000
i=3: 4.000000
i=4: 0.000000
i=5: 0.000000
i=6: 0.000000
i=7: 0.000000
i=8: 0.000000
i=9: 0.000000
[chronos:sound/sound/jfftpack] mky
\_ J

I 1,2,3,4,0, ... &% D F L7,

BhfEs%k: jfftpack.jar MYEDA ca.uol.aig.fftpack & \>9 package % TH % 2 & ITHER,
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mkdir -p ca/uol/aig/fftpack (T4V7 V4 2R
cp -p &£ ID/*.java ca/uol/aig/fftpack (VY —RA - 70”7 s%2HE)
javac ca/uol/aig/fftpack/*.java (V=R 70l 7L%ar,4))

jar -cvf /fftpack.jar . (jar 7 7AVz2fE5)
L jar -tvf /fftpack.jar (jar 7 7 A VDR EZHERT 5) )
6 MATLAB
(Hefrg )

ST Z 9 DN E, &l Mathematica THAL RS> TWADT, Z5 5 Tffh
TAHDIE, WO BR300 6750, 3D Octave T, sound() X undefined 127 % -

SR L Twb EZATIZ, MATLAB @ Toolbox B3SAATEAINHZ LD T, ZIH\»>9HD
FRAT 2 E S0 LT CHERMADTL X9 (F oL vy v —5t)--

(2019/10/13) HEHA L 5 D I MATLAB T2 ) ahi%2 HIZ L 72, waveread (), wavewrite()
EWV)DIE, AHID 6 LTHHEZ ) 25D3T 5 (5K), MEHD-7 T &1, §§6.5 ITFH W TE L,

6.1 sound() TEHZIRST

sound () & Mathematica @ ListPlay[] IZHHX473 %,

( samplerate=44100; A

Tmax=1;
freq=440;
t=0:1/samplerate:Tmax;

sampledata=sin(2xpixfreq*t);

sound (sampledata,samplerate) ;

N /

6.2 wavrecord() CTHEH

4 N
samplerate=44100;

Tmax=10;

sampledata=wavrecord(Tmax*samplerate,samplerate) ;

wavwrite(sampledata,samplerate,’sample.wav’);

N /

6.3 wavread() T WAVE 7 71 ILZi%E

sampledata=wavread(’sample.wav’);

[sampledata,samplerate,bits]=wavread(’sample.wav’);

29



wavread (’sample.wav’, numtoread); *° wavread(’sample.wav’, [from to]); X & D

£ EDHEKS,

6.4 wavwrite()

wavwrite(sampledata,’file.wav’);
wavwrite(sampledata,samplerate,’file.wav’);
wavwrite (sampledata,samplerate,N,’file.wav’); N=8,16,24,32

6.5 #EE (2019/10/13)

audioinfo(), audioread(), audiowrite(), sound() 7 & % {9 DH¥EHE ?
4 N

filename=’"/work/guitar-5-3.wav’

% ATl

[y,Fs]l=audioread(filename);

h BRI
sound(y,Fs)

ARCEES

clear y Fs

% TE S

info=audioinfo(filename)

%h 17 TR
[y,Fs]=audioread(filename, [1,info.SampleRate]) ;

hESLEE

audiowrite(’~/work/copyguitar.wav’,y,Fs);

clear y Fs

7 Python

Python TIZtaZ 20 fidddh 5 5 L\,

DI 2 7 v 77 M, &) Python 2.7 I IC/E- 7228 (D E D Hw7m 77 4L Ww
9 Z &), print Z print() IZZZ 4L Python 3.x THH) <,
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7.1 WAVEZ77A4ILDINGKX—459 —%&5HEIND

wave EX 2 — L W) DVH AHIFNE | scipy TH WAVE 7 7 A Viid 5 A7 \0WZ L,
LTy 7ar o hTlE wave T 2 — )L 2lioTw3,
-~ readparam.py ~

# coding: utf-8
# readparam.py --- WAVE 7 7 4 VD37 X —& —HH

import wave
import sys

argv = sys.argv

argc = len(argv)
if argc ==

fname = "guitar-5-3.wav"
else:

fname = argv[1]

wavefile = wave.open(fname)

nchannels = wavefile.getnchannels() # 1: €/ 7J), 2: A7 L F
samplewidth = wavefile.getsampwidth()

samplingrate = wavefile.getframerate()

nunframes = wavefile.getnframes()

parameters = wavefile.getparams()

print "7 74 V% ", fname

print "F ¥ ¥ %)L ",nchannels

print "¥ ¥ 7I)VIE: ", samplewidth

print "% 7V JJHHE: ", samplingrate
print "7 L —LADE: ", numframes

print "/87 X —% —: " parameters

L

$ python readparam.py guitar-5-3.wav
77 A NV%:  guitar-5-3.wav

FX 2NV E: 2

TNV 2

Y7 v TP 44100

7L — LDk 452025

INTA—=F—: (2, 2, 44100, 452025, ’NONE’, ’not compressed’)
NG J

guitar-5-3.wav 23K L I74UZX, curl -0 http://nalab.mind.meiji.ac.jp/ mk/lecture/fourier-:

7.2 pyaudio T WAVE 77A1IILz2B4E95

ENZEEIXREDTPORVITNE, v FTpyaudio Z#E L T3 AT, ZHUE-
TH5,

31



e readwave.py

# coding: utf-8
# 2% http://aidiary.hatenablog.com/entry/20110515/1305420830

import wave
import pyaudio
import sys # argv
if __name__ == ’__main__’:
argv = sys.argv
argc = len(argv)
if argc ==
wf = wave.open("guitar-5-3.wav", "r")
else:
wf = wave.open(argv[1], "r")

# ALY — Az

p = pyaudio.PyAudio()

stream = p.open(format=p.get_format_from_width(wf.getsampwidth()),
channels=wf .getnchannels(),
rate=wf.getframerate(),
output=True)

# Fr v WA TA MY =LA L EFEFE
chunk = 1024
data = wf.readframes(chunk)
while data != 7’:

stream.write(data)

data = wf.readframes(chunk)
stream.close()
p.terminate()

7.3 DFT UTARZ MNILZEFNRD

Python TOFFT 74 777V 4 1&FE O HLH HHLD
“FFT scipy vs numpy” THE L 72 &

python - What is the difference between numpy.fft and scipy.fftpack
https://stackoverflow.com/questions/6363154/what-is-the-difference-between-numpy-1f

EDHTHT, scipy & numpy 72 &, scipy 237 5 LW E W) AW D (BT TH ko
&y LR R oT), LRITE E numpy DS & B>, FETW Z{H 9 S5 & 2>,

A Y — R 3t & 2 NICEE %, HERZE T Mathematica TR 722 L2 I1FIEZDF 8
BWLTHAS,

32



(fspectrum.py

# coding:utf-8
# spectrum.py —-—— WAVE 7 7 A VZae A CTHER 7 —V 2 2H#1§ 2

# https://docs.python. jp/3/library/wave.html
# http://aidiary.hatenablog.com/entry/20110618/1308367728

import wave

import numpy as np

import scipy.fftpack # ¥ 7/ %y 7 —Y3—% import T 5%
import matplotlib

import matplotlib.pyplot as plt #

# WAVE 77 A V24 —7>v§2%
wf = wave.open("guitar-5-3.wav", "r")

# Y7V 7 - L—F%2H2% (Python MIZIE frame rate &\9)
sr = wf.getframerate()

# Ty VBz2Gs (£ 700
nchannels = wf.getnchannels()

# PV TNNBHI) DN
samplewidth = wf.getsampwidth()

# 7L — L0
nframes = wf.getnframes()

# TRTD7 L —LZiHriAls
snd = wf.readframes(nframes) # snd=wf.readframes(wf.getnframes()) & Hi2k%

# bIOBHCTwuTLED

wf.close()

#
if samplewidth == 2:
tbl=np.frombuffer(snd, dtype="int16")/32768.0
elif samplewidth == 4:
tbl=np.frombuffer(snd, dtype="int32")/2147483648.0

# AT LADOBEREF v FIET
if nchannels ==
tbl = tbl[::2] # tbl=tbl[1::2] & T3 LAF v L
elif nchannerls == 1:
print(u"€/ 7/)L")
else:
print(uw"HN ? F ¥ ¥ 2 E=", nchannels)

# LDHATHEDPS 3WT7T0y FLTAHRDS
plt.plot(tbl[:3*sr])
plt.show()

# 62800 HH» S 1 MO LTTuy T2 (29T 2% & MEKH)
start=62800

N = sr

plt.plot(tbl[start:start+N])

plt.show()

#
c=scipy.fftpack.fft(tbl[start:start+N])
# ¢ = np.fft.fft(tbl[start:start+N])
plt.plot(abs(c))

plt.show()

# n1 25 n2 £ TOHPA TR
def graph(c,nl,n2): 33
plt.plot(np.array(range(nl,n2)),abs(c[nl:n2]))

mT+ T AalAT )T A N1 v~y PY
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5: 38 7ay b

0.2

0.1 A

0.0

-0.14

-0.21

0 10000 20000 30000 40000

6: BOIRDIS 1y 7ay b

7.4 WAVE 77 %&%3
A fRIEOERET S LE, KL ¢ () TOMED
u(t) = Asin(2w ft)

ThH 5 ETE, IRIE A, FFEE f (Hz) DIERETDH %,

RDTAT T L%FTT5E, f=1440 Hz DfES% 10 BRES L 72 WAVE 7 7 £V (3
VTV TR 44100 HZz € 2 7V, mbE Y 16 ¥y b, €/ 7)) “sinwave.wav”
kS,

http://nalab.mind.meiji.ac.jp/~mk/fourier/testwritewave.py

encoding: utf-8

testwritewave.py

http://nalab.mind.meiji.ac.jp/ "mk/lecture/fourier-2017/testwritewave.py
Z#Ui Python 3.x HO 70w/ 7 4

H o HH

import numpy as np
import wave
import struct
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8: JAME DY — 7 #8R$ (1600Hz £ T)

fname = ’sinwave.wav’

wf = wave.open(fname, ’w’)
ch =1

width = 2

samplerate = 44100
wf.setnchannels(ch)
wf.setsampwidth(width)
wf.setframerate(samplerate)

time = 10

numsamples = time * samplerate

# python 2.x Tl () %%

print( u"F ¥ ¥ FNHE = ", ch)

print( u"¥ ¥ 7)VIE (N4 b = ", width)
print( "% 7Y /L — 1} (Hz) =", samplerate)
print( u"¥ > 7V =", numsamples)

print ( w"SERM =", time)

# 857 -9 %1% (numpy O ndarray T)

freq = 440

# FIJEL freq % 440 Hz 1T %

x=np.linspace(0, time, numsamples+1) # 0 =t = time % numsamples %577
y=np.sin(2 * np.pi * freq * x)
y=np.rint (32767*y/max (abs(y)))

y=y.astype(np.int16)
y=y [0:numsamples]

# AP freq (Hz) DIEKIK

# [-32767,32767] DOHIPHICND %
# 16 £y MEEICHRIERT 2

# numsamples DT —F 4T EH) 2%
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X 9:

# ndarray 75 bytes A 7Y x 7 A
data=struct.pack("h" * numsamples , *y)

# Ty rEEHT
wf.writeframes(data)
wf.close()

7.5 HEEUTWAVE 771 ILzES

Fy PTHT Lk by b9 203, TACIE, BHERAOEOER TR R A I8 PO H
4 THEEMEEOHE, Y @ 31 TERORE L4 pp. 6-7 12H 5 record.py WSH Il o7z,

(%Y FMIZEKHBDIE, XEVIT append () Tiddk L TIT-o T, IRRICED»- EHZIAL,
twIy7ar s, 5, 1710MBRELELT, 50aryEa—F—ilidE)>TI LI
bbb lihwiIng, w4 7 Tl AT =2 B3 T CEZRAGTDPHARLRNT S, )

A Mac TOHH

A.1 QuickTime Player TOD#HE

(ML o@HHIZHE . MacBook Air Z2fi> T, “—ii 8FIIHER 2 D7D, = A 7 DeE
DA A F R wd (?) HKLE22 WAVE 7 7 A VOMEDI LA LS BWEHICBZ S (2
nED ZIUIfio7z Mac DSV W?), A2 F 2> TWwW3a AL, YL T 7Y 2ffio T,
AR B TEET 2B RE )7, Mac ISHEY 2 A 7 2 HEH T HUTR VO b Ltk nhs,
A 7RI KD AR FZ 2T 27703% 76872 L4, )

QuickTime Player T & 13H2Kk %5, QuickTime Player (X Finder T7 7’V —>a v -

TANT =T ERODD, [7 74N A== oFMA—F 4 A EEZ IR L, A1
HBHRYTEREGWHZERT 5,

"http://winnie.kuis.kyoto-u.ac.jp/ itoyama/le4-music/2014/le4-music-2014.pdf
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B TR TR Do 6 EIRTE B (7 2 1),
o T 12T % EIARTAS aifc DAIFC W) 7 —=2v bl 5,
o HE, ICTBLINETD mba t\WwH) 74—y biTk3,

AIFC (%, AIFF (Audio Interchange File Format) & \>9 1990 4FUHIC Apple 23Stk 7 7 + —
vy bbb LI, EZI) ANbDTH 5,
AIFF 2D 3 D13 Linear PCM TH O, il L Tz,

My THRET 5L, HRT X Jaifc THSD, £9H D 24 Ev | Linear PCM, A7 L
. By 7 v TR 44.1kHz THD L H 7 (LLTFDOS D AT 24 Ey + WAVE ICEHL§ %
ET7T7ANDY A ZXDELICHRZ— VOIRARILZ - FH, Z2D) EFNL D), BEARARIC
Mathematica 9 C Import[] Titd ) & LTHEKHZ o7 (F> 2 9 Import[] ~71TY),

afconvert &9 Apple ffilEDa~w>Y K534 « V=)L T7 4—~v FEH#IPHTRS, #
ZNET = FIVTRDOLHICLT GlD ) WAVE 7 7 A MICEHTE %,
[nantoka. aifc # WAVE JE:®D 7 7 4 ) nantoka.wav IZZHH ]

afconvert -f WAVE -d LEI16 nantoka.aifc nantoka.wav

(A IET—= D74 —<v FOIET, (a) T T4 7, (b) D% A 7 (U or LEI or LEF),
(c) Ev FME w9 3 2DHHZETXFST Linear PCM DA Z&RKT, tvw)lEo L,
BIZIX LEI16 (X, U FVZ YT 7y D5 D BERHI6EY F W) BRTH S, T I T
WHETES2 71 —>vy M, U (e LEHSE Y ), LEI24 (Y FVIY T4 7 Vs
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bR 24y M), LEI32 (VY bV 2y T4 7URi5d D32y ), LEF32 (Y FLx v
T4 T VDD IFEV NI 32 Ey b)), LEF64 (U VY T4 T URSH D IFEIINE 64 E
B) 22 ED, )

LEI16 DRICiE % o2 T, 3 7)) ¥ JJHEBOIEE S TE 5 A7\», -d LEI16022050
(22050Hz)

Mathematica 9 TlZ, LEI16 13 b AARD, LEI24 biite 2 &3k,

Z DA, afconvert TZ B 7 A==y MZEI VI DIH 50X, afconvert -hf TH
MREINBFANVT Ry =Y 22 R0 (Ev) e, ROBIHITHEIN TORWL),

c1¢TBLE/INICHERS (FrvanBiz 11275%),

B iPhone TO#HS

(L, )

BFHED 7 7)) TH 2IRA ARXRETIREHK S,

iPhone DN NDEGEDATT1E, iTunes Z {9 J51k, AirDrop 29 J7ik, X — VIS
DIHERENHDZHIE (TIHIV)DIFFEDHFDVFHLZ D),

JEIRTDY .mda D7 7 AVDHK B D5, Hiffid X 9 12 afconvert Zfi>TH R\ L, ffmpeg'®
TH WAVE 7 7 A WICEHATE 5,

Bl 21X, piano.m4a % WAVE 7 7 A )l piano.wav ICE#T 5I12iE, F—3IF LT

[ffmpeg -1 piano.m4a piano.wav )

ETHTR,

C fRANBWE
C.1 B (Ev¥F) 2fAN3s
SENEA [9] 55 7 IC

1. frAHZEG

2. BIFE AR bV

EV) DN INT 5, LD T TR A6 w08, it E0 [10], 5 - HH
[11]) IEH 7> THIERL TH K I,

C2 AYVIN—FZ>T«
KH [12] 145 [13]
e Wikipedia @ Inharmonicity

e Isoharu Nishiguchi, Recent research on the acoustics of pianos, http://www.jstage.
jst.go.jp/article/ast/25/6/413/_pdf

1879 —v 7 bT, BIREHYR Mac 1IZIEA Y A F—FEADIET,
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e Neville H. Fletcher, Harmonic? Anharmonic? Inharmonic?, Am. J. Phys. 70 12!, De-
cember 2002, http://www.phys.unsw.edu.au/music/people/publications/Fletcher2002.
pdf

e Numerical simulations of piano strings. I. A physical model for a struck string using finite
difference methods, http://people.cs.uchicago.edu/~ridg/stabil/pianostring.pdf

e http://piano.s20.xrea.com/mecha/doc03.html

o JIIEIRIH, HIFapl, FIERFICHAET 24 v N—F=> T 14 ICBT 21%8, HAKS Y
2% Dynamics and Design Conference 2001, http://www.jsme.or.jp/monograph/dmc/
2001/data/pdf/729.pdf
L E[F L 2>?Dynamics & Design Conference. 77 A k7 7 &, Vol.2003, No.abstract(20030915)
p. 218, The Japan Society of Mechanical Engineers ISSN:13480235

e Dynamics & Design Conference. 7 7 A b 7 7 F % Vol.2003, No.abstract(20030915) p.
218 The Japan Society of Mechanical Engineers ISSN:13480235

e Dynamics & Design Conference. 77 A & 7 7 k£ Vol.2003, No.abstract(20030915) p.
218 The Japan Society of Mechanical Engineers ISSN:13480235

e ROBERT W. YOUNG, Inharmonicity of Plain Wire Piano Strings, The Journal of the
Acoustical Society of America, Volume 24, Number 3, MAY 1952, http://www.afn.
org/~afn49304/youngnew.htm

PO LAD 72T/ DL By (PR, HRAEE #F G2 KAL)

D @EAMEEE

D.1 L3d—F

D.2 F—=7L3—%9—

D.3 CDZ7L—Y—
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